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QUESTION 1

Refer to the exhibit. 
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Regions have been configured for all major branches based on the available circuit bandwidth. Some calls from Region
A endpoints to Region B endpoints are failing to connect. How is the issue resolved? 

A. Update the calling search space for affected endpoints to none. 

B. Update all regions to 8 kbps maximum audio bitrate. 

C. Increase the number of available media termination points. 

D. Add a media resource to transcode between available capabilities. 

Correct Answer: D 

Reference: https://www.cisco.com/c/en/us/support/docs/unified-communications/unified-communications-manager-
callmanager/200788-Call-Recording-Basic-Configuration-and-T.html 

 

QUESTION 2

Which built-in bridge configuration option can be set on the individual IP phones to ensure that the cluster-wide service
parameter is used? 

A. automatic 

B. default 

C. on 

D. off 

Correct Answer: B 

 

 

QUESTION 3

Refer to the exhibit. 
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While troubleshooting call failures on the Cisco Unified Border Element, an administrator notices that messages are
being sent to the service provide, but there is no response. The administrator later learns that this SIP provider does not
support PRACK. Which header should be removed from the SIP message to resolve this issue? 

A. Require: 100rel 

B. Content-Type: application/sdp 

C. Contact:  

D. Content-Disposition: session;handling=required 

Correct Answer: A 

 

 

QUESTION 4

An IP Telephony administrator is deploying IP phones. The administrator has an existing Cisco UCME router with
several SCCP and SIP phones registered. The administrator receives a request for a new SIP phone with MAC address
1111.2222.3333 and directory number 2050 to be added in the Cisco UCME. Which two configurations should be added
in CME to support this request? (Choose two.) 
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A. Option A 

B. Option B 

C. Option C 

D. Option D 

E. Option E 

Correct Answer: DE 

 

 

QUESTION 5

After configuring a Cisco CallManager Express with Cisco Unity Express, inbound calls from the PSTN SIP trunk
receive a ring tone for 20 seconds and then a busy signal instead of voicemail. Which configuration fixes this problem? 
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A. Router(config)# voice service voip Router(conf-voi-serv)#allow-connections h323 to h323 

B. Router(config)#dial-peer voice 2 voip Router(config-dial-peer)#no vad 

C. Router(config)# voice service voip Router(conf-voi-serv)#allow-connections voice-mail mod 

D. Router(config)# voice service voip Router(conf-voi-serv)#no supplementary-service sip moved-temporarily 

Correct Answer: D 

Reference: https://www.cisco.com/c/en/us/td/docs/voice_ip_comm/cusrst/admin/sccp_sip_srst/configuration/guide/SCC
P_and_SIP_SRST_Admin_Guide/srst_call_handling.html 
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